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Abstract 
In modern communication systems, channel distortions are a major challenge that must be overcome to 

ensure reliable data transmission. Adaptive equalization techniques are used to compensate for the 

distortion caused by the channel by adjusting the coefficients of a filter. The performance of different 

adaptive equalization techniques for communication systems is analysed. Our analysis shows that each 

technique has its own strengths and weaknesses and that the choice of the most appropriate technique 

depends on the specific requirements of the communication system. It is important to note that while 

adaptive equalization techniques can significantly improve communication performance, they are not a 

silver bullet. The effectiveness of these techniques depends on a variety of factors, including the 

complexity of the channel, the accuracy of the channel model, and the processing power available for 

the equalization algorithm. 

Introduction 

In the modern era, communication has become an integral part of human life, and as technology 

continues to advance, communication systems become increasingly complex. One of the key issues in 

communication systems is ensuring the reliability and quality of the transmission. The transmission 

quality can be affected by many factors, such as noise, interference, attenuation, and dispersion, which 

can cause distortion and degradation of the signal. To mitigate these effects, various signal processing 

techniques have been developed, such as equalization, which aims to restore the signal to its original 

form. 

Equalization is a signal processing technique that compensates for the distortion caused by the channel. 

In communication systems, equalization is used to remove the effects of channel distortion and improve 

the signal quality. Equalization can be performed using various techniques, such as linear and nonlinear 

equalization. Linear equalization techniques, such as zero-forcing (ZF), minimum mean square error 

(MMSE), and least mean square (LMS) equalization, are widely used in communication systems. 

However, linear equalization techniques may not be effective in the presence of nonlinear distortion or 

time-varying channels. To address these challenges, adaptive equalization techniques have been 

developed, which can adapt to the changing channel conditions and provide better performance than 

linear equalization techniques. 

Adaptive equalization techniques are based on the principle of updating the equalizer coefficients in 

real-time based on the received signal. Adaptive equalization techniques can be classified into two 

categories: linear and nonlinear adaptive equalization. Linear adaptive equalization techniques, such as 

the LMS algorithm and the recursive least squares (RLS) algorithm, are computationally efficient and 



DOI : https://doi.org/10.56452/6-17 

Copyrights @Kalahari Journals  Vol.6 No.1 June, 2021 

International Journal of Mechanical Engineering 

129 

easy to implement but may not perform well in the presence of nonlinear distortion. Nonlinear adaptive 

equalization techniques, such as the decision-feedback equalization (DFE) and the maximum-likelihood 

sequence estimation (MLSE) equalization, can overcome the limitations of linear equalization 

techniques and provide better performance in nonlinear channels. 

The objective of this analysis is to compare the performance of linear and nonlinear adaptive 

equalization techniques in different channel conditions and identify the best-performing technique for 

each condition. The performance analysis will be based on simulation results, and the evaluation metrics 

will include bit error rate and symbol error rate. 

The rest of the paper is organized as follows. Section II provides a brief overview of the different 

adaptive equalization techniques. Section III presents the simulation setup and evaluation metrics. 

Section IV presents the simulation results and analysis. Finally, Section V concludes the paper and 

provides recommendations for future work. 

One common technique used in adaptive equalization is the Least Mean Square algorithm. This 

algorithm uses a feedback loop to adjust the equalizer coefficients based on the difference between the 

desired output and the actual output of the equalizer. The LMS algorithm is widely used due to its 

simplicity and robustness 

Another popular technique is the Recursive Least Squares (RLS) algorithm. Unlike the LMS algorithm, 

the RLS algorithm takes into account the entire history of the received signal to estimate the equalizer 

coefficients. This makes it more suitable for channels with time-varying characteristics. 

Adaptive equalization techniques are used in a wide range of communication systems, including 

wireless, satellite, and fiber-optic communications. By reducing the effects of distortion in the 

communication channel, these techniques enable higher data rates, longer transmission distances, and 

improved reliability. 

Literature Survey 

This paper presents a review of adaptive equalization techniques for multicarrier communication 

systems, including zero-forcing, minimum mean square error, and decision-feedback equalization. The 

authors compare the performance of these techniques in terms of bit error rate and discuss their 

implementation complexities.[1] 

In this paper, the authors propose an adaptive equalization technique based on the least mean square 

algorithm for division multiplexing systems. The proposed technique is shown to improve the BER 

performance of systems in time-varying channels.[2] 

This paper proposes an adaptive infinite impulse response (IIR) filter-based equalizer for OFDM 

systems. The proposed equalizer is shown to provide better BER performance compared to conventional 

linear equalizers such as MMSE and zero-forcing equalizers.[3] 

This paper presents a comparative study of equalization techniques for single-carrier systems, including 

linear and decision-feedback equalization techniques. The authors evaluate the performance of these 

techniques in terms of BER and spectral efficiency.[4] 

This paper proposes an adaptive equalization technique based on artificial neural networks for mobile 

communication systems. The authors demonstrate the effectiveness of the proposed technique in 

reducing the BER in multipath fading channels.[5] 
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This paper proposes an adaptive decision feedback equalizer for multi-carrier systems. The proposed 

equalizer is based on the LMS algorithm and is shown to provide better performance compared to 

conventional linear equalizers such as MMSE and zero-forcing equalizers.[6] 

In this paper, the authors propose an adaptive equalization technique based on the recursive least squares  

algorithm for single-carrier systems. The proposed equalizer is shown to provide better BER 

performance compared to conventional linear equalizers such as MMSE and zero-forcing equalizers.[7] 

This paper proposes an adaptive equalization technique based on higher order statistics for frequency-

selective channels. The authors demonstrate the effectiveness of the proposed technique in reducing the 

BER in frequency-selective channels.[8] 

Proposed System 

The performance of communication systems can be significantly impacted by the presence of channel 

distortion. One common form of channel distortion is inter-symbol interference, which can occur due 

to factors such as multipath propagation, frequency-selective fading, and time dispersion. To combat 

the effects of , adaptive equalization techniques are often employed. In this proposed system, we will 

analyse the performance of different adaptive equalization techniques for communication systems. 

Background 

It involves adjusting the frequency response of the receiver to compensate for the distortion introduced 

by the channel. There are various types of adaptive equalization techniques, including linear 

equalization, decision-feedback equalization, and maximum likelihood sequence estimation. 

Linear equalization is the simplest form of adaptive equalization, where the receiver applies a linear 

filter to the received signal to mitigate the effects of ISI. Decision-feedback equalization (DFE) is a 

more advanced technique that incorporates feedback from the decision device to improve the 

equalization performance. Maximum likelihood sequence estimation (MLSE) is a more complex 

technique that uses a Viterbi algorithm to estimate the most likely transmitted sequence based on the 

received signal. 

Objectives 

The main objective of this proposed system is to analysed the performance of different adaptive 

equalization techniques for communication systems. Specifically, we aim to: 

Compare the performance of different equalization. 

Investigate the impact of channel characteristics, such as channel length and channel response, on the 

performance of the different equalization techniques. 

Determine the optimal equalization technique for different channel conditions. 

Methodology 

To achieve the objectives of this proposed system, we will perform a simulation-based analysis of the 

performance of different adaptive equalization techniques. The simulation will be performed using 

MATLAB, which is a powerful tool for digital signal processing and communication system simulation. 

We will generate random data sequences and transmit them through different channel models with 

varying characteristics. The received signals will then be equalized using different adaptive equalization 

techniques, and the BER and SNR will be calculated to evaluate the performance of each technique. 
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The simulation will be repeated for different channel conditions to investigate the impact of channel 

characteristics on the performance of the equalization techniques. 

Expected Results 

We expect to obtain results that demonstrate the relative performance of different adaptive equalization 

techniques for communication systems. We anticipate that MLSE will provide the best performance, 

followed by DFE and linear equalization. We also expect to observe that the performance of the different 

techniques will vary depending on the characteristics of the channel. 

 

Fig. 1: Adaptive Equalization 

The proposed system aims to analysed the performance of different adaptive equalization 

techniques for communication systems. By performing a simulation-based analysis, we will compare 

the performance of linear equalization, DFE, and MLSE in terms of BER and SNR, investigate the 

impact of channel characteristics on the performance of the techniques, and determine the optimal 

equalization technique for different channel conditions. The results of this analysis will be useful for 

designing communication systems that can operate effectively in the presence of channel distortion. 

We begin by providing an overview of the various types of channel distortions encountered in 

communication systems, including inter symbol interference (ISI), multipath fading, and phase 

distortion. Next, we analysed the performance of four different adaptive equalization techniques for 

communication systems: the least mean square (LMS) algorithm, and the decision feedback 

equalization (DFE) algorithm. We evaluate their performance using a simulated communication system, 

which includes a channel with both ISI and multipath fading. 

Our analysis reveals that the LMS algorithm provides good performance in terms of convergence rate 

and steady-state error, but it is sensitive to noise and channel variations. The RLS algorithm is more 

robust to noise and channel variations, but it has a higher computational complexity. The CMA 

algorithm is effective in compensating for phase distortion and is less sensitive to noise, but it has a 

slower convergence rate. The DFE algorithm provides the best performance in terms of minimizing the 

bit error rate (BER) but requires a high computational complexity. 

Furthermore, we investigate the impact of different system parameters, such as the channel length and 

signal-to-noise ratio (SNR), on the performance of the adaptive equalization techniques. Our results 

show that the performance of the LMS and RLS algorithms is affected by the channel length and SNR, 

whereas the performance of the CMA and DFE algorithms is less affected by these parameters. 

In addition, we compare the performance of the adaptive equalization techniques with a non-adaptive 

equalization technique, such as the linear equalization technique. Our analysis shows that the adaptive 
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equalization techniques outperform the non-adaptive equalization technique in terms of BER and error 

convergence rate. 

Finally, we discuss the practical implementation of the adaptive equalization techniques and highlight 

some of the challenges that must be addressed in real-world communication systems. These challenges 

include the computational complexity, the requirement for accurate channel estimation, and the trade-

off between performance and complexity. 

Communication systems face challenges in transmitting information due to the presence of noise and 

distortion in the transmission channel. Equalization techniques are designed to compensate for the 

distortions in the transmission channel. The main goal of adaptive equalization techniques is to estimate 

the channel response and adapt to the variations in the channel. This helps to reduce the errors 

introduced in the transmitted signal. 

Equalization Techniques 

Different adaptive equalization techniques are used to combat channel distortion. Some of the popular 

techniques are: 

Linear Equalization 

This is the simplest and most widely used equalization technique. The technique involves the use of a 

linear filter to compensate for the channel distortion.  

Decision Feedback Equalization 

This is a more advanced technique that involves feedback of the received signal to the equalizer. This 

technique uses the current decision to correct the previous decisions. DFE is known to perform well in 

channels with high ISI. 

Maximum Likelihood Sequence Estimation 

This is a technique that uses a trellis structure to find the most likely transmitted sequence. The 

technique is computationally intensive, but it is known to perform well in channels with high ISI. 

Recursive Least Squares Equalization 

This is a technique that uses a recursive algorithm to update the filter coefficients. The technique is 

known to perform well in channels with time-varying characteristics. 

Kalman Filtering Equalization 

This is a technique that uses the Kalman filter to estimate the channel response. The technique is known 

to perform well in channels with time-varying characteristics. 

Performance Evaluation 

The performance of the different equalization techniques can be evaluated using metrics such as the bit 

error rate (BER) and the signal-to-noise ratio (SNR). The BER is a measure of the error rate in the 

received signal. The SNR is a measure of the signal strength relative to the noise in the channel. 

Simulation Setup 

To evaluate the performance of the different equalization techniques, we simulated a communication 

system with a QPSK modulation scheme. The simulation was conducted in MATLAB. The 

communication system consisted of a transmitter, a channel, and a receiver. The transmitter generated 
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QPSK symbols that were transmitted through the channel. The channel introduced ISI and noise to the 

transmitted signal. The receiver used the different equalization techniques to recover the transmitted 

symbols. 

Results 

In the modern era, communication has become an integral part of human life, and as technology 

continues to advance, communication systems become increasingly complex. One of the key issues in 

communication systems is ensuring the reliability and quality of the transmission. The transmission 

quality can be affected by many factors, such as noise, interference, attenuation, and dispersion, which 

can cause distortion and degradation of the signal. To mitigate these effects, various signal processing 

techniques have been developed, such as equalization, which aims to restore the signal to its original 

form. 

The simulation results showed that the different equalization techniques performed differently in the 

presence of channel distortion. The linear equalizer performed well in channels with low ISI, but its 

performance degraded in channels with high ISI. The DFE and MLSE techniques performed well in 

channels with high ISI, but they were computationally intensive. The RLS and KFE techniques 

performed well in channels with time-varying characteristics. 

In the result, different adaptive equalization techniques have been developed to combat channel 

distortion in communication systems. The performance of the different techniques depends on the 

characteristics of the channel. The linear equalizer is the simplest and most widely used equalization 

technique, but its performance degrades in channels with high ISI. The DFE and MLSE techniques are 

computationally intensive but perform well in channels with high ISI. 

 

Conclusion 

In conclusion, communication systems are essential in modern life, and the quality of the transmission 

can be affected by various factors. Equalization is a signal processing technique that compensates for 

the distortion caused by the channel and improves the signal quality. Adaptive equalization techniques 

have been developed to adapt to the changing channel conditions and provide better performance than 

linear equalization techniques. In this research we analyse the performance of different adaptive 

equalization techniques for communication systems and identify the best-performing technique for each 

channel condition. The results of this analysis can help improve the performance of communication 

systems and provide better quality of service to the users. 
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